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* (O6pa3oBaHue - BbiCLLEE, TEXHUYECKOE

- PaspaboTtka n sHegpeHue 1O VolP

* Paspabotka CTI npunoxxeHumn
LAKME CROMMHOCTH = } PKME BLIrOAN 1
\ NEPexoA ¢ chan_ Fullstack paspa6oTumk Ha 1C, PHP, JS
CKAxmMsun Cho

QACCKAXY O f \ . ‘ ol 3an7 « Paspabotumnk MikoPBX - 6ecrninatHon ATC




Kak ObITb?

«  Kakou codpTdoH BbiOpaTh?
*  Kak TupaxkuposaTb COPTJOH Ha BCEX COTPYOAHNKOB?
*  [NpunnoxeHna yoanaoT ns AppStore / GoogleApps !

« Myka Bblbopa npunoxxeHna ona Mac OS

* Kak npunoXeHne HaCcTpoUTb BCEM COTPYOHMKAM




EcTb nnea!!!

 Bitrix24 y>xe nmeet PUSH
*  [lpunoxeHune y>xe paboTaeT Ha BCEX ONepaLMOHHbIX CUCTEMAX
« EcTb Ha peckTon 1 Ha MOBUNBLHbLIX

* Y)>ke ucnonbadyetcA




Bitrix24 SIP KoHHeKTOp

TenedpoHusa MikoPBX

HacTpoiku nogk/oveHus

MapLupyTusauus BXOAALL...

Mcxopdawme 3BOHKN Bxopswme 3BOHKM

YT10o6bl paboTaTb CO 3BOHKaMu B Butpmkc24 yepes Bawlero o6/1a4Horo [Ons 06paboTkM BXOAALLMX 3BOHKOB BaM HEOBXOAMMO BbINONHUTb HACTPONKU
onepaTtopa, yKaxuTte rnapameTpbl NOAKIOYEHUS: Ha cTopoHe Bawewn SIP ATC, yka3aB AaHHble, NpeacTaBeHHble HUXe:
Homepa SIP ATC patopa, y pameTpbl noa, p Y il , npeq,

NHTerpaumsa c CRM
MikoPBX ip.b24-9 ).bitrixphone.com

3anucb 1 oLeHKa
Paboyee Bpems

Mpoyee

Menoguun
65be3b49c9f636504c7¢

SIP-TRUNK-93A735F2 NHdopMaLMIo 0 HACTPOMKE U MHCTPYKLMM NO NOAKMOYEHUIO, Bbl CMOXETe

NMOCMOTPETbL B y4yebHOM Kypce.




Cxe!vla coeauHeHuAa v.1

- [1Ba endpoint onAa noaknro4YeHnA

* TeneoHbl n b24 4yepes pasHule endpoint
* Kak ncnonbsosatb pickup?

* CnoxHoctu ¢ CDR

*  COXHOCTU C o4epenAMU 1 rpynnamu @
74952293042

TpaH3UTHbIE 3BOHKM




Cxe!vla coeAuHeHuA V.2

* BTopou npouecc asterisk
*  Wcnonb3yem asterisk -C /PATH/TO/CONF

« RTP + SIP 777 Benb Tenepb aBa Asterisk!




Cxe!vla coeaAuHeHuA v.3

« SIP: 5060, RTP:10000-10800




Registrations from asterisk Ne2 to asterisk Net

[201-A0R]

Cype = aor

max contacts = 1
contact =
maximum expiration
minimum expiration
default expiration
qualify frequency
qualify timeout =

[201-IDENTIFY]

type = identify
endpoint = 201
match = 127.0.0.1

3.

sip:201@127.0.0.1

3600
60
120
60
0

[REG-201]

type = registration
outbound auth = AUTH-201
contact USeEmEu i

retry interval = 30

max retries = 100
forbidden retry interval =
fatal retryinaseiEg REEaeii0
expliration = 120
server UL 1NEuCRibieENRa i
client uri = sip:201@127.0.0.1

300

[AUTH-201]

type = auth

username = 201
password = 4e46d49b50

match header = To: <sip:201@127.0.0.1>

[201]

type = endpoint
100rel = no

dtmf mode = auto
disallow = all

allow = alaw
rep\\symmetric \Q\ves
rewni\te contactb\='yes
1Cce\\SUpPport = no
direct media = no

sdp session = mikopbx

rrom GaeRN=Z01
from domain =
127 - 0 s 08l

aors = 201-A0R
context = incoming
outbound auth =
AUTH-201




Registrations asterisk Ne2 to asterisk Nel

m




Ucxoaawme u3 Bitrix24 Ha asterisk Ne1

[STP-TRUNK-93A735F2]
type = endpoint

context = SIP-TRUNK-93A735F2-incoming

dtmf mode = auto

disallow = all

allow = opus

allow = alaw

allow = h264

rtp symmetric = yes

rewrite contact = yes

direct media = no

contact user = SIP-TRUNK-93A735FZ2
sdp session = mikopbx

aors = SIP-TRUNK-93A735F2

auth = SIP-TRUNK-93A735F2-AUTH

inband progress = yes

[SIP-TRUNK-93A735F2-AUTH]
type = auth

username = SIP-TRUNK-93A735F2
password = 65be3b49c9f63

FEIRNEERSNIIEERS S 1 ] 3 5 E2)
EV0E = 2018

mebGEeEsElcicts — S
maximum expiration = 3600
minimum expiration = 60

default expiration = 120
qualify frequency = 6
qualify timegut =,;3.0




Dialplan Ha asterisk Ne1

[SITP-TRUNK-93A735F2-1incoming]
exten => [hit],1,Hangup ()

SSamEE— e, 1, NoCDR ()

;IloJlyyaeM HOMEP SBBOHSIETO
same => n,Set (callld=${PJSIP HEADER (read, X-Extension-Number) })

;YcTraHaBauBaeM CID
same => n,Set (CALLERID (num)=S{callId})
same => n,Set (CALLERID (name)=S{callId})

;llepenanparasgeMm no SIP URI Ha asterisk N2
same => n,Dial (PJSIP/SIP-TRUNK-93A735F2/sip:S{EXTEN}@127.0.0.1:5168,,))




Cxe!vla coeaAuHeHuA v.3

« SIP: 5060, RTP:10000-10800




Bxoaauwmwue B Bitrix24 n3 asterisk Ne2

[AUTH-sip2] [REG-s1p2]
type = auth type = registration
username = s1ipZ2 outbound auth = AUTH-sip?Z2
password = 65be3b49cH oG B bEs(cie. = S1702

expiration = 120
[sip2-AO0R] server urli = slp:biftkilxphone.com
type = aor client uri = sip:sip2@bitrixphone.com
max contacts = 1
contact = sip:sip2@bitrixphone.com [sip2]
maximum expiration = 3600 type = endpoint
minimum expiration = 60 disallow = all
default expiration = 120 allow = alaw

rEtp symmetric|= yes
[sip2-IDENTIFY] rewrite contact = yes
type = identify direct media = no
endpoint = sipZ2 from domain = bitrixphone.com
match = bitrixphone.com aors = si1p2-AO0R
match header = To: <sip:sip2@bitrixphone.com> context = incoming

gutbound g || AUTHrs1p2




Dialplan Ha asterisk Neo2

[incoming]
exten => [hlt] ’ 1 ’ Hangup ()

; BBI3BOBEI BX. Ha HoOMepa Bitrix24 ;
exten => 2XX,1,Dial (PJSIP/S{EXTEN}@sip2,, f ($S{CALLERID (num)} <sip2>)Tt)

BeI3OBH C HoOMepoB Bitrix24 CID from "X-Extension-Number";

o
4

exten => .!,1,Set (endpoint=${CALLERID (num) })
same => n,Dial (PJSIP/S${EXTEN}@S${endpoint}, 600, Tt)




Cxe!vla coeaAuHeHuA v.3

« SIP: 5060, RTP:10000-10800

* 1l1K, 2 npouecca asterisk
* [loxoxe Ha FMC ot beeline/




EcTb npo6nema!

HeT Ringing
Cpasy 200 OK (SDP)
TI1 3HaeT, ecTb 3apgava

Korpa coenatot???

22:

220

22:

2242

224

224

22:

22:

224

SO

551

JI55L

55:

5353

551

551

551

55k

S55%

551

11.
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+0.
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+0.
114
+0.
ik
+0.
kb=
+0.
akdl
+0.
1Ll
+0R
i ]9
+0.
1519

+39
551

51
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51

172.16.32.49:5168

360061
012370
.372431
000007
.372438
000816
373254
000120
373374
012111
385485
317381
702866
128100
830966
113470
944436
000210
944646
.801068
.745714
.023217
.768931

Calls List

95.21'3'%1.98 . SCRI5060)

100 Trying

Proxy Authentication R

100 Trying

100 Trying

Session Progress (SDP)

Raw

Compare

Help SDP RTP

INVITE sip:204@Qip.b24-2584-1420124535.bitrixphone.com:506
SIP/2.0

Via: SIP/2.0/UDP 172.16.32.49:5168; rport;branch=z9hG4bKPj
77da06-0e3c-4378-b14b-910043a8058f

From: "265" <sip:sip2@ip.b24-2584-1420124535.bitrixphone.
m>; tag=784de36d-11c2-4cad4-8ec8-ecaefdfa3cdbe

To: <sip:204Qip.b24-2584-1420124535.bitrixphone.com>
Contact: <sip:asterisk@172.16.32.49:5168>

Call-ID:

CSeq: 31636 INVITE

Allow: OPTIONS, REGISTER, SUBSCRIBE, NOTIFY, PUBLISH, INV
E, ACK, BYE, CANCEL, UPDATE, INFO, MESSAGE, REFER
Supported: replaces, norefersub, histinfo

Max-Forwards: 70

User-Agent: miko-b24-fmc

Content-Type: application/sdp

Content-Length: 234

v=0

o=- 895162123 895162123 IN IP4 172.16.32.49
s=mikopbx

c=IN IP4 172.16.32.49

t=0 0

m=audio 50594 RTP/AVP 8 101
a=rtpmap:8 PCMA/8000

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=ptime:20

a=maxptime:140

a=sendrecv

Colour

)

AC
‘24

Extended Compressed Raw




Dialplan Ha asterisk N22 version 2.0 part Ne1

[incoming]
exten => .!,1,Dial (PJSIP/S{EXTEN}W@S{CALLERID (num)},600,Tt)

exten => [hit], 1, Hangup ()

exten => XXX,1,Goto(incoming-to-sip2, ${EXTEN},1)

[ilncoming-to-sipZ2]
exten => X!,1,Ringing/()
same => n,Set(_SRC_CHAN=${CHANNEL})
same => n,Set( DST CHAN=S${EMPTY})
same => n,Set ( SRC CID=${CALLERID (num) })
same => n,Set ( SRC DST=S${EXTEN})

same => n,Dial (PJSIP/${EXTEN}@sip2,,f(${SRC_CID} <sip2>)Ttb (create-dst-chan,$
{SRC_DST},1)G(orig-call~${SRC CID}"1))

[create—-dst-chan]

exten => X!,1,Set (EXPORT (${SRC CHAN},DST CHAN)=S${CHANNEL})
same => n, Set (DST CHAN=S${CHANNEL})
same => n,return




Dialplan Ha asterisk N22 version 2.0 part Ne2

;- Dial ... G(orig-call”~${SRC CID}"1)

[orig-call]
exten => X!,1,Goto(orig-src-chan, ${EXTEN},1)
exten => X!,2,Goto(orig-dst-chan, ${EXTEN},1)

[orig—-src—-chan]
exten => X!,1,Ringing/()

same => n,Wait (c00)
exten => h,1,AGI (hangup.php, S{DST CHAN}) ; 3aBeplleHME CBA3aHHOT'O KaHaJla

[orig-dst-chan]
; CoxpaHsgeM COCTOAHMe nonepemeHHOTO "Bridge"
exten => X!,1,AGI (save-state.php)
same => n,Wait (c00)
exten => h,1,AGI (hangup.php, S{SRC CHAN}) ; 3aBepueHMe CBA3aHHOI'O KaHaja




Dialplan Ha asterisk N22 version 2.0 part Ne2

### save-state.php

Sagi = new AGI();

Sdata = [
'SRC_CHAN' => Sagi->get variable('SRC _CHAN', true),
'DST CHAN' => Sagi->get variable('DST CHAN', true),

‘id' => Sagi->get variable( 'CHANNEL(linkedid) ', true),
'SRC_CID' => Sagi->get variable('SRC CID',true),

'SRC_DST' => Sagi->get variable('SRC DST', true),

'TIME' => time()

17

file put contents("/tmp/{$data[ 'id']1}", json encode($data));




Dialplan Ha asterisk N22 version 2.0 part Ne2

### hangup.php

Sagi = new AGI();
Sdata = [
'SRC_CHAN' => Sagi->get variable('SRC_CHAN', true),
'DST CHAN' => $agi->get variable('DST CHAN', true),
‘id' => Sagi->get variable( 'CHANNEL(linkedid) ', true),
'SRC_CID' => Sagi->get variable('SRC CID',true),
'SRC_DST' => Sagi->get variable('SRC DST',true),
'TIME' => time()

17
unlink("/tmp/{S$data[ 'id"']}");

if(Sargc>1){
Sam = new AsteriskManager();
Sam->connect('127.0.0.1:55039");
Sam->Hangup(Sargv[l]);




Ucxopoawmm Web hook ot Bitrix24

POST https://test.pbx.ru/on-call

{

"event": " ", "event": "
"data": { "data": {
"CALL_ID": "E79DBC7446E24D83", "CALL ID": "E79DBC7446E24D83",
"CALL TYPE": "2", "USER ID": "1V
"PHONE NUMBER": "sip2", } a
"CALLER_ID": "203"

}
}

"event 1) : 1) " ,
"data": {
"CALL_ID": "E79DBC7446E24D83"




Web hooks ot Bitrix24, PHP o6pa6oTyukK

### save-state.php

SdstNum = file get contents('/tmp/'.$b24CallData[ 'PHONE NUMBER']."/SuserId");

Sam = new Manager();
Sam->connect('127.0.0.1:55039");
sam->sendRequest( 'Redirect’,

[

'Channel’ => $call[ 'SRC CHAN'],
'ExtraChannel’ => S$call[ 'DST CHAN'],
'Context’ => "orig-src-bridge",
'Exten'’ = 's',
'Priority’ = '1",
'ExtraContext’ => "orig-src-bridge",
'ExtraExten'’ => 'h',

'ExtraPriority'’ = '1",




Dialplan Ha asterisk N22 version 2.0 part Ne3

[orig-src-bridge]
exten => h,1,AGI (hangup.php)
exten => s,1,Answer ()
same => n,Bridge (5{DST CHAN}, Tt)




Cxe!vla coeaAuHeHuA v.4

« SIP: 5060, RTP:10000-10800

- HTTPS: 443




Firewall ona web hook

curl https://dl.bitrix24.com/webhook/app.json

{

"nodes": |
"195.208.184.200",
"89.208.230.2",
"195.208.184.34",
"839.208.228.219"




[lpeumyLliecTBa

* Y MHOrux y>e ectb Bitrix24

*  3BOHKU ¢ Desktop n mobunbHOro npunoxenua, ona scex OC

* Mol HE nepenaem naponb oT SIP coTpyaHUKy!

* Poccunckana paspaboTka, MHpacTPyKTypa noanep>XmsaeTcA BEHOOPOM
 CepBepas PO

* EcTb BO3MOXHOCTbL nonpobosaTtb 6ecnnaTtHo (60MuH) 1 npobHoe obnako
* 1000 py6/mec Ha BCHO KOMMAHMUIO

* [1lnaTtnTb HY>XXHO TOJIbKO 3a ncxopAlme (originate Hale Bce?)

* BxopAwmun BbI3OB NOCTynaeT Ha Bce contact, nogknioyeHHble K endpoint




OrpaHu4yeHun Bitrix24

* [lpn Habope HoMepa ybmpaeT BCe CNeLcUMBOSbI BKAOYaA *#
*  BHyTpeHHMe BbI30BbI OCTaHyTCA BHYTPU Bitrix24
» SIP Transfer - 6yneT BbINONHEH BHYTPU Bitrix24

* [loka OTKpbITa KapTo4ka 3BOHKA, BTOPOM BbI30B Ha COTPYAHMKA HE nponaeT

« ATC pomkHa 6bITb gocTynHa Ha nyénun4Hom IP




Co6panu moaynb ana MikoPBX

( Mopgynb BKNtoYEH

Ucxopsuwme 3BoHku ¢ FMC

JloruH

SIP-TRUNK-93A735F2
Maponb

jzFGpxOhOrJfHflInWTaOK7UFrVP26PEd

Mpwu BbI3oBe ¢ FMC yctporcTea no SIP, MikoPBX 3anpocut atn
JIOTVH 1 Naposb

‘ 3710 SIP KoHHekTOp Bitrix24

CoTpyaHUKUN

MoptHoB Anekcei <204>

Hasap k cnucky

Bxopasime 3B0HKM Ha FMC

Apnpec cepBepa

ip.b24-2584-1420124535.bitrixphone.com

Mopt

5060

JNornH

sip2

Maponb




+7 (495) 229 30 42 006. 204

;; Cnacn6o 3a BHUMmaHue!
§ Byay pan oTBETUTb Ha BCe BallM BOMPOChHI cenyac
— NN CBAXUTECbL CO MHOW B ByayLleMm:
=
N i
> >l . MopTHOB Anekcer ._..':
help@miko.ru T
Iy

— é ?g
Re— 74 /
E— z 24
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http://telefon.miko.ru
https://t.me/mikopbx_dev

