Kak mMmbl nepeBoanIun
MIKOPBX ¢ chan_sip Ha PJSIP

C 4em CTOJNIKHY/IUCb, KaKue a
CJIO)KHOCTHU npeoaosiesnivu u o .
Kakue BbIrofbl NOJTy4YUsIN N




Y10 Nnobyanno K NpUHATULIO PELUEHNA?

Asterisk 13.x okoH4aHne nopaepxku 2020-10-24
chan_sip status changed to “deprecated” Asterisk 17
MHoO>XecTBeHHaA perncrpauna

Heckonbko nposanaepos Ha ogHoMm IP

PJSIP - 6onee rmbkaa HacTpomnka
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O yem norosopum?




OcHOBHbIE 3a0a4n

KoHBepTauusa sip.conf B pjsip.conf
HacTtponka "MHoXecTBeHHON perucTtpaumn”
OcobeHHocTb copThoHa Ha PJSIP
ABTOnoabeEM TPyoKU

Tanmepsbl SIP ceccun

Bxopawwme no SIP URI
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NcxopAwaa pernctpauma, o0CoO6eHHOCTH
NoeHTnpurkauma BxogAwmx 3B0HKOB
DTMF RFC 4333

CallerID npu nepeagpecauumn

Asterisk 16.10.0 HeoXXxnpgaHHoe noBeaeHne



KoHBepTauua

N



KoHBepTauua sip.conf B pjsip.conf

contrib/scripts/sip_to_pjsip/sip_to_pjsip.py

Usage: sip_to pjsip.py [options] [input-file [output-file]]

Converts the chan_sip configuration input-file to the chan_pjsip output-file.
lReSTnput=Tf1rie defallts ta "sap.coni
The output-file defaults to 'pjsip.conf'.

show this help message and exit
-p PREFIX, --prefix=PREFIX
output prefix for include files
-gq, --quiet don't print messages to stdout
alexeyportnov@MacBook-Pro-Aleksej asterisk-16.5.1 % I
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MHo)XecTBeHHasna
peructpauun




MHoOXecTBeHHaA peructpauma. Hactb 1

pjsip-conf
[226]
type = aor

max_contacts =5

extensions.conf

[internal-users]
exten => _XXX,1,Set(dialContacts=${PJSIP_DIAL_CONTACTS(${EXTEN})})
same => n,Execlf($["${dialContacts}x" != "x"]?Dial(${DC},,Tt))
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MHoOXecTBeHHaA peructpayma. Hactb 2

O)xupaHuA He BMoOJIHe onpasganucChb.

NMpeanonaranu, 4TO Npu 3BOHKE Ha "MHOXXeCTBEHHbIN peer" ATC 6yaer
pabéoTtaTtb C O4HUM KaHasioMm.

B AMI npu BxoaAwem NOABUTCA HECKOJIbLKO KaHall0B, CKOJIbKO
KOHTaKTOB 3aperucTpupoBaHoO Ha peetr.

Ka)kabin kaHan nponaeTt onucaHHbIn dialplan.

MP Bnusaet Ha CDR.
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- 2020



Oco06eHHOCTDb
PJSIP copTdoHa

N



CodbTpoH Ha pjsip

Mo ymonyaHuio ucnonbsyeTcA tcp.
Ecnu Ha ATC 3akpbIT nopT TCP, To copThoH HEe nony4nT oTBeTa n byaet
Oxupatb TanmayT 20 cekyHn. [lanee Bbi3oB nonget no UDP.

Action: Originate
Channel: PJSIP/204
Context: from-internal
Exten: 74952293042
Priority: 1

PewaeTtca npobnema npocto. OTKpbITb NOpT gna TCP nnn B HacTponkax

coTdpoHa nponucatb paboTty no UDP.
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ABTOnNoaAbeM
Paging
Intercom

N



ABTonogbeM. Paging. Intercom

MU3meHuncAa noaxopn
PaHee 6b1no goctatoyHo yctaHoBuTb nepemeHHyto SIPADDHEADER:

Action: Originate

Channel: SIP/104

Context: from-internal

Exten: 74952293042

Priority: 1

Callerid: 104

Variable: SIPADDHEADER="Call-Info:\;answer-after=0"

PaboTa c aTon nepemeHHon bObina onucaHa B chan_sip.c
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ABTONOABLEM. YNPOLLUEHHO. Foio A

N3ameHunca noaxopn,

Tenepb Heob6xoanMO 60sblIe OENCTBUN:
extensions.conf

[internal-users]
exten => 204,1,Dial(${PJSIP DIAL CONTACTS(204)},,Ttb(dial _create chan,s,1)))

[dial _create chan]

exten => s,1,5et(PJSIP HEADER(add,Call-Info)=\;answer-after=0)
same => n,return
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ABTONoObEM. YCIIOXXHAEM. (S

[internal-users]

; Nonyuyaem KOHTaKTHbI:

exten => XXX,1,Set(dC=${PJSIP DIAL CONTACTS(${EXTEN})})
; CunTaem KOMMUECTBO KOHTAKTOB:
same => n,ExecIf($["${FIELDQTY(dC,&)}"!="1"]1?Set( __ SIPADDHEADER=${EMPTY}))
same => n,ExecIf($["${dCIx" != "x"1?Dial(${DC},,Ttb(dial _create chan,s,1)))

[dial _create chan]

exten => s,1,ExecIf($["${SIPADDHEADER}x" == "x"]?return)
same => n,Set(header=${CUT(SIPADDHEADER, :,1)})
same => n,Set(value=${CUT(SIPADDHEADER, :,2)})
same => n,Set(PJSIP HEADER(add,${header})=%{value})
same => n,Set(__ SIPADDHEADER=${EMPTY})
same => n,return
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AsTonoabem. UserAgent '/ MUKO

[get-user-agent]

exten => 300,NoOp(--- Incoming call ---)
same => n,Set(vContact=%${PJSIP AOR(300,contact)})
same => n,Set(vUserAgent=${PJSIP CONTACT(${vContact},user agent)})
same => n,NoOp(--- ${vContact} & ${vUserAgent} ---)

same => n,Hangup()

; B oAHYy cCTpouky:
; ${PJSIP _CONTACT(${PJSIP AOR(300,contact)},user_agent)}

ASTERCONF

- 2020



Tanmepbl ceccum

N



Tanmepbl ceccun &/ MUKO |

30 minute dropped calls

Mpn TeneoHHbLIX 3BOHKAaX Habnwoaaem npobnemy obpbiBa CBA3WN.

Mpun aHanu3e aamna SIP Tpajguka Buamm B INVITE crneaywowmn 3aronoBoOK:
Session-Expires: 1800;refresher=uac

OTKM4YaemMm MCnonb3oBaHue TaﬁMepOBZ

[204]
type = endpoint

timers = no
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SIP URI
BxoaAauiune 3BOHKMN




SIP URI. Bxogoawue 3BOHKMU

pjsip.conf

[anonymous]

;res pjsip_endpoint_identifier_anonymous.so
type = endpoint

allow = alaw

timers = no

context = public-direct-dial

extensions.conf

[public-direct-diall

exten => 74952293042,No0Op(--- Incoming call to ${EXTEN} ---)
same => n,Dial (PJSIP/204,,TKg));
same => n,Hangup()
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NMcxoaauwana
Perncrtpauun




icxooAwaa perncrpaumva

[74952293042]
type = registration

; Temporary failures 408
retry interval = 30
max_retries = 100

. Permanent failures 403
forbidden _retry interval = 300

fatal _retry interval = 300
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Temporary failures

No Response

408 Request Timeout
500 Internal Server Error
502 Bad Gateway

503 Service Unavailable
504 Server Timeout

Any 600-class response

Permanent failures

401 Unauthorized
403 Forbidden
407 Proxy Authentication Required




NaeHTudbukauuma
[MpoBaupepa

N



MoeHTudmkauma nposanpepa [T

Moakniyaem npoBanagepa Zadarma

Bxoasawmne mMoryt npmxoAuT C pa3nuuHbix IP aapecos.
Kak cBa3aTb Bxoaswumnh BbiI3oB C ENDPOINT?
PerncrTpauunio BbiMONMHAEeM Ha sip.zadarma.com

YacTb BXOAAWMX TepdaeTca - He MNMpoxoAAaAT aBTOpu3auuio.

Ecnm B DID onucaH B KOHTekcTe endpoint 'anonymous', TO Bbl30B He noTepseTcs.
PeweHne, cneayeT nponucaTtb B pjsip.conf:

[74952293042]
type = identify
match=sip.zadarma.com,185.45.152.0/24,185.45.155.0/24;
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DTMF




DTMF &/ MMKO

pijsip.conf RFC 4733 npuwen Ha 3ameHy RFC 2833,

[204] noAAepXKnBaeT OCHOBHbIE KOAbl COObITUN.

dtmf _mode = auto

This setting allows to choose the DTMF mode for endpoint communication.x
rfc4d733 - DTMF is sent out of band of the main audio stream. This supercedes
the older RFC-2833 used within the older chan_sip.

inband - DTMF 1is sent as part of audio stream.

info - DTMF is sent as SIP INFO packets.

auto - DTMF is sent as RFC 4733 if the other side supports it or as INBAND if
not.

auto_info - DTMF 1is sent as RFC 4733 if the other side supports it or as SIP

INFO if not.
(“*/ ASTERCONF
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Callerid npw
nepeagpecauum

N



DTMF =/ MMKO |

Mpn TpaHchepe TenepOHHOro 3BOHKA HeobxoaAMmMO oTobOpaxaTb KOpPpeKTHbiM callerid.

B 6onbWMHCTBE COBPEMEHHbIX Tene)oOHOB eCTb HACTPOWKaA:
Source Caller ID - caenyeT yCTaHOBUTbL npuoputet B PAI

[204]
type = endpoint

send pai = yes
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Asterisk 16.10.0
He cnewuTe!

N



Asterisk 16.10.0 yacTb 1 (T

[ J @ Wireshark - VoIP Calls - dump_calls.pcap
Start Time ~ | Stop Time Initial Speaker From To Protocol ' Duration Packets | State
14.404/V1 14.40490 1 9/.09.90.09 <SIP.LO 1 WTS.100.40. 140> <SP0 1V44 1D0V400VUVI WY D. 100.40. 140> 21 A\VIVELVIVE VIV a4 [a =iV ] =L 8} o
20.594206 52.094253 156.96.114.173 <sip:6666@93.188.43.145> <sip:47972592562878@93.188.43.145> SIP 00:00:31 12 REJECTE
36.308483 67.809684 156.96.117.219 <sip:6666@93.188.43.145> <sip:339300972592563156@93.188.43.145> SIP 00:00:31 12 REJECTE
41.084195 41.084195 185.53.88.15 <sip:36800@93.188.43.145> <sip:9810441536738597@93.188.43.145> SIP 00:00:00 1 CALL SE/
49529673 49529673  46.105.11213  <sip:580003@93.188.43.145> <sip:9810441579672001@93.188.43.145> SIP 00:00:00 1 CALL SE]
52.393287 52.393287 46.105.118.161 <sip:71407@93.188.43.145> <sip:09810441538765310@93.188.43.145> SIP 00:00:00 1 CALL SE]
57.400599 57.400599 45.143.220.225 <sip:86621@93.188.43.145> <sip:9810441519470708@93.188.43.145> SIP 00:00:00 1 CALL SE|
61.608061 61.608061 192.3.145.242 X SIP 00:00:00 1 CALL SE!
62.109898 d 00:04:50
64.207744  352.554243 172.16.32.49 <sip:sipmikoru@mikoru.mangosip.ru> 91528177 33@mikoru.mangosip.ru> 00:04:48 COMPLE
74.078705  74.078705  45.143.220.135 <sip:16005@93.188.43.145> <sip:9810441563638307@93.188.43.145> SIP 00:00:00 1 CALL SE]
77.034889 108.535993 156.96.117.168 <sip:6666@93.188.43.145> <sip:878300972592562882@93.188.43.145> SIP 00:00:31 12 REJECTE
83.746663 83.746663 198.12.66.26 <sip:10002@93.188.43.145> <sip:9847441904911051@93.188.43.145> SIP 00:00:00 1 CALL SE/
86.308710  86.308710  37.49.229.237  <sip:|+|@93.188.43.145:5060> <sip:44011447537174009@93.188.43.145:5060> SIP 00:00:00 1 CALL SE/
95.210607 95.210607 103.145.12.224 <sip:48824@93.188.43.145> <sip:9810441572379300@93.188.43.145> SIP 00:00:00 1 CALL SE/
98.409166  129.910731 156.96.46.217 <sip:6666@93.188.43.145> <sip:6781972592492390@93.188.43.145> SIP 00:00:31 12 REJECTE
105.646983 105.647194 37.59.35.59 <sip:261@93.188.43.145> <sip:9810441530436009@93.188.43.145> SIP 00:00:00 2 REJECTE
115189947 115189947 45.143.220.225 <sip:86621@93.188.43.145> <sip:0810441519470708@93.188.43.145> SIP 00:00:00 1 CALL SE]
117.476784 148.977370 156.96.62.41 <sip:6666@93.188.43.145> <sip:211500972592563144@93.188.43.145> SIP 00:00:31 12 REJECTE
123.432861 123.432861 192.3.145.242  <sip:102@93.188.43.145> <sip:8113441904911052@93.188.43.145> SIP 00:00:00 1 CALL SE/
Time of Day
Help Prepare Filter Flow Sequence » Play Streams Copy Cancel
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Asterisk 16.10.0 yactb 2
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ACK sip:236@172.16.32.207:55036;0b |

INVITE sip:236@172.16.32.207:55036;0b,

200 0K |
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200 0K |

ACK sip:236@172.16.32.207:55036;0b |
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NTtorun




NTorn nepexoga Ha PJSIP s MUKO |

MNntocobl MuHychbl
MHo>)xecTBeHHaA peructpauma (MP) chan_sip “deprecated”
Bonee rnbkaa HacTponka YcnoxHeHue dialplan
[MpoekT pa3BuBaeTcA YnoxeHne paboTtsl AMI

MP Bnusaet Ha CDR
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CMNMACUBO
3A BHUMAHVE!

MNopTHOB Anekcei R

+7 (495) 229 3042 no6. 204

apor@miko.ru
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